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Description
Technical Field

[0001] The present invention relates to an ultrasound imaging technique for taking an image within a test subject,
through the use of ultrasound wave.

Background Art

[0002] Ultrasound imaging is a technique for non-invasively creating an image of the inside of a test subject including
a human body, through the use of ultrasound wave (sound wave not intended for hearing, and generally high-frequency
sound wave having 20 kHz or higher). By way of example, a medical ultrasound imaging apparatus will be briefly
explained. An ultrasound probe transmits the ultrasound waves to the inside of a patient, and receives echo signals
reflected from the inside of the patient.

The received signals are subjected to signal processing in one or both of the ultrasound probe and the main unit of the
ultrasound imaging apparatus, and thereafter transferred to a monitor and an ultrasound image is displayed thereon.
More specifically, for example, a transmit beamformer in the main unit of the ultrasound imaging apparatus generates
signals of a transmission beam, allowing the signals to pass through the transmit-receive separation circuit, and thereafter
transfers the signals to the ultrasound probe. The ultrasound probe sends out the ultrasound waves. After receiving
echo signals from the internal body, the ultrasound probe transmits the signals to the main unit of the imaging apparatus.
In the main unit of the imaging apparatus, the received signals pass through the transmit-receive separation circuit and
the receive beamformer, and those signals are transmitted to animage processor. The image processor executes various
imaging processes using various filters, a scan converter, and the like. Finally, the monitor displays an ultrasound image.
[0003] Asdescribed above, a general ultrasound diagnostic apparatus is made up of three techniques; transmit beam-
forming, receive beamforming, and a backend imaging processing. Particularly, since the beamformers for transmitting
and receiving perform signal processing at an RF (high-frequency) level, algorithms and implementation architecture in
the beamformers decide a basic image quality of the ultrasound image. Therefore, the beamformers serve as major
parts of the apparatus.

[0004] The receive beamformer assigns a delay time to each received signal (received data) in multiple elements that
constitute the ultrasound probe, the delay time distributing an amount of delay in a concave form, in association with
the relations between a focal position and the element positions, and after virtually obtaining the focal point (focused)
at a certain point in space, the received signal data items are summed up. This method is referred to as a beamforming
according to a delay-and-sum method. In this delay-and-sum method, the received data items that are received by the
multiple elements in the ultrasound diagnostic apparatus are multiplied by a fixed weight vector stored in the diagnostic
apparatus, and the delay is implemented according to this processing means. This process is also performed in the
transmit beamformer in a similar manner, not only in the receive beamformer.

[0005] On the other hand, as a basic problem of the ultrasound imaging apparatus, it is known that lateral resolution
is subject to constraints. Since transmitting and receiving of the ultrasound waves are performed by an array having a
finite opening size, there is an impact of diffraction at the edge of the opening. If an infinitely long array is prepared, there
is a possibility that the resolution is enhanced infinitely in the same manner as in the depth direction. In actual, however,
a physical restriction in designing the apparatus, i.e., the length of the array, has hampered the enhancement of the
lateral resolution. In recent years, it is attempted that the aforementioned fixed weight vector used for delaying, upon
summing of delays by the beamformer, is changed adaptively for the time-series transmit-receive data items, one by
one, thereby obtaining an ultrasound image of higher definition, and this attempt is coming to attention. Accordingly,
there is a possibility that this brings a marked improvement in the lateral resolution, being one of essential problems in
the beamforming technique.

[0006] Particularly in recent years, US 6 894 642 B2, for example, discloses that an adaptive signal processing tech-
nique including the MVDR method (Minimum Variance Distortionless Response; Capon method) that has been developed
in the field of mobile communication is applied to the ultrasound imaging process. By using the adaptive method, the
weight vector being a fixed value conventionally, is obtained for each sample point of the received signal in the time
direction, and the received signal is multiplied by this weight vector, thereby achieving delay. US 2005/033165 A1
discloses an ultrasound imaging apparatus with the features in the preamble of present claim 1.

[0007] Another conventional beamforming technique is disclosed by Asl et al. in the paper "Minimum Variance Beam-
forming Combined with Adaptive Coherence Weighting Applied to Medical Ultrasound Imaging", IEEE Transactions on
Ultrasonics Ferroelectrics and Frequency Control, Vol. 56, No. 9, pages 1923-1931, XP011283399.
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Disclosure of the Invention
Problem to be solved by the Invention

[0008] Upon employing the technique (adaptive beamformer) for applying the adaptive signal processing technique
such as the MVDR method to a beamformer, if a correlation matrix in the spatial direction (e.g. spatial covariance matrix)
is calculated sequentially (every sample and every channel), without performing estimation in the time direction, it may
become difficult to converge errors in energy that has been dispersed in the time direction. Therefore, a point image
within the image may become blurred in the time direction (depth direction), and instability may occur in the processing
against various noise, thereby causing an image noise error.

[0009] On the other hand, in the case where both estimation in the time direction and estimation in the spatial direction
are performed according to the adaptive signal processing, this may cause enormous processing loads, and implemen-
tation cost is greatly increased. Such a trade-off between the throughput capacity and burdens in the estimating process
becomes a large obstacle for the implementation.

[0010] An object of the presentinvention is to obtain a weight value that is used in the beamforming process performed
on the received signals in the ultrasound imaging apparatus, according to a small amount of computations with a high
degree of precision, even when the adaptive signal processing is employed.

Means to solve the Problem

[0011] Inordertoachieve the above object, the presentinvention provides the ultrasound imaging apparatus as defined
in claim 1.

Effect of the Invention

[0012] In the present invention, a process for computing the similarity is performed in advance as to the received
signals, and an adaptive weight is computed by using thus obtained similarity, thereby reducing the amount of compu-
tations and achieving an accurate estimation of an point image. For example, by performing the process for computing
the similarity in the time direction, it is possible to correct fluctuations in the time direction according to a relatively small
amount of computations, and perform estimation of more accurate point image. With the configuration above, image
blurring in the time direction (depth direction) is corrected, enabling acquisition of the pointimage being small in diameter,
and allowing acquisition of an ultrasound image including little false images and noise in stable manner.

Brief Description of Drawings
[0013]

FIG. 1(a) is a perspective view illustrating a schematic configuration of the ultrasound imaging apparatus according
to the present embodiment, and FIG. 1(b) is a block diagram thereof;

FIG. 2 is a block diagram illustrating a configuration of the receive beamformer according to a first embodiment;
FIG. 3 is a flowchart showing a signal processing of the receive beamformer according to the first embodiment;
FIG. 4 illustrates operations of the receive beamformer according to the first embodiment;

FIG. 5(a) illustrates the received signals 208 in which the wave fronts are aligned by the processing of the delay
circuit 412 according to the first embodiment,

FIG. 5(b) illustrates the similarity function obtained by the similarity operator 404 and an example of the index value
extracted by the extraction converter 413,

FIG. 5(c) is a graph showing the distribution of the output in the channel direction at the sample time n, as to the
received signals with the wave fronts being aligned, and FIG. 5(d) is a graph showing a distribution of the index ()
in the channel direction at the sample time n of the similarity function;

FIG. 6 illustrates the operation of the receive beamformer of the comparative example;

FIG. 7 is a block diagram illustrating a configuration of the receive beamformer according to the second embodiment;
FIG. 8 is a flowchart showing the signal processing in the receive beamformer according to the second embodiment;
FIG. 9 is a block diagram illustrating a configuration of the receive beamformer according to the third embodiment;
FIG. 10 is a block diagram illustrating a configuration of the receive beamformer according to the fourth embodiment;
FIG. 11 is a block diagram illustrating a configuration of the receive beamformer according to the fifth embodiment;
FIG. 12(a) is a block diagram illustrating a partial configuration of the receive beamformer according to the sixth
embodiment, and FIG. 12(b) illustrates a decimation process;

FIG. 13 is a perspective view of a console of the ultrasound imaging apparatus according to the present embodiments;
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FIG. 14(a) illustrates an image obtained by the ultrasound imaging apparatus according to the first embodiment,
FIG. 14(b) illustrates an image of the comparative example, obtained by a conventional delay-and-sum method
(without the similarity computation nor the adaptive beamforming engine 405),

FIG. 14(c) illustrates an image of the comparative example, obtained by the averaging process in the time direction
using only the adaptive beamforming engine, and FIG. 14(d) illustrates an image of the comparative example,
obtained using only the adaptive beamforming engine without performing the averaging in the time direction;

FIG. 15(a) is a graph obtained by profiling along the channel direction, the brightness at the depth where the maximum
brightness point exists, in the ultrasound images as shown in FIG. 14(a) to FIG. 14(d), and FIG. 15(b) is a graph
obtained by profiling along the depth direction, the brightness at the channel where the maximum brightness point
exists, in the ultrasound images as shown in FIG. 14(a) to FIG. 14(d);

FIG. 16is ablock diagram illustrating a configuration of the receive beamformeraccording to the seventh embodiment;
and

FIG. 17 is aflowchart showing the signal processing of the receive beamformer according to the seventh embodiment.

Best Mode for Carrying Out the Invention

[0014] According to a first aspect of the present invention, the ultrasound imaging apparatus as described in the
following is provided. That is, the first aspect of the present invention is directed to the ultrasound imaging apparatus
having multiple elements for receiving ultrasound signals from a test subject, a similarity operator for obtaining similarity
between the received signals of the multiple elements, an adaptive weight operator for obtaining an adaptive weight
associated with the similarity, by using the similarity between the received signals obtained by the similarity operator, a
beamforming operator for generating a beamforming output by using the adaptive weight and the received signal, and
an image processor for generating image data by using the beamforming output. With the configuration as described
above, it is possible to obtain a weight value used for the beamforming process performed on the received signal in the
ultrasound imaging apparatus, with a small amount of computations and with a high degree of precision, even when a
method of the adaptive signal processing is employed.

[0015] Preferably,the direction along which the similarity operator performs the similarity computationis atime direction.
[0016] By way of example, the adaptive weight operator may be configured as performing the adaptive signal process-
ing, through the use of the similarity that is obtained by the similarity operator, so as to obtain the adaptive weight.
[0017] Preferably, a delay part may be placed between the multiple elements and the similarity operator, so as to
delay each of the signals being received by the multiple elements, in association with a focal position of the ultrasound
signals, and to align the wave fronts. This configuration allows the similarity operator to obtain the similarity of the received
signals being delayed by the delay part.

[0018] By way of example, it is configured such that an extractor is placed between the similarity operator and the
adaptive weight operator, the extractor extracting a predetermined index value indicating the characteristics of the
similarity, and the adaptive weight operator uses as the similarity, the index value that is extracted by the extractor.
[0019] The adaptive weight operator has a configuration to generate a spatial covariance matrix from the similarity
between the received signals, for instance, performs the adaptive signal processing to obtain the adaptive weight.
[0020] Multiple elements for receiving the ultrasound signals may be placed side by side. On this occasion, the similarity
operator is configured as obtaining the similarity between the received signals of two elements out of the multiple
elements, one of the two elements being positioned, a predetermined number of the elements away from the other
element.

[0021] If the number of the adaptive weights obtained by the adaptive weight operator is less than the number of the
received signals, the beamforming operator may perform computations to allow the multiple received signals to degen-
erate in accordance with the number of the adaptive weights, and generate a beamforming output through the use of
the received signals after degeneration and the adaptive weights.

[0022] According to the second aspect of the present invention, the ultrasound imaging apparatus as described below
is provided. In other words, it is directed to the ultrasound imaging apparatus having multiple elements for receiving
ultrasound signals from a test subject, a similarity operator for obtaining similarity between the received signals of the
multiple elements, an adaptive weight operator for obtaining an adaptive weight associated with the similarity by using
the similarity between the received signals obtained by the similarity operator, a beamforming operator for generating
a beamforming output by using the adaptive weight and the received signal, and an image processor for generating
image data by using the beamforming output. The ultrasound imaging apparatus in this aspect of the invention obtains
a weight value used for the beamforming process performed on the received signal in the ultrasound imaging apparatus
with a small amount of computations and with a high degree of precision, even when a method of the adaptive signal
processing is employed.

[0023] In the aforementioned second aspect of the invention, it is possible to arrange between the similarity operator
and the adaptive weight operator, an extractor for extracting a predetermined index value indicating characteristics of
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the similarity, and a delay part for delaying each of the received signals of the multiple elements based on the index
value that is extracted by the extractor, and aligning the wave fronts. In this case, the adaptive weight operator is allowed
to obtain the adaptive weight by using the received signal being delayed by the delay part.

[0024] As discussed above, in the present invention, similarity computation is performed in advance as to the received
signal, and thus obtained similarity or the received signal delayed in advance by the obtained similarity is used to compute
the adaptive weight, thereby reducing the amount of computations and allowing estimation of an accurate point image.
By way of example, the process for computing the similarity in the time direction may correct the fluctuations in the time
direction by relatively a small amount of computations and allowing more accurate estimation of the point image. This
configuration corrects the image blurring in the time direction (depth direction) and a point image being small in diameter
is able to be obtained, achieving stable acquisition of an ultrasound image from which false images and noise are reduced.
[0025] One embodiment of the present invention will be explained as a specific example.

(First embodiment)

[0026] The ultrasound imaging apparatus according to the first aspect of the present invention as described above
will be specifically explained as the first embodiment.

[0027] Firstly, with reference to FIG. 1(a) and FIG. 1(b), the entire configuration of the ultrasound imaging apparatus
will be explained. FIG. 1(a) is a perspective view of the apparatus, and FIG. 1(b) is a block diagram illustrating a schematic
configuration of the inside thereof.

[0028] As illustrated in FIG. 1(a), the ultrasound imaging apparatus is provided with the ultrasound probe 101, the
apparatus main body 102, and the monitor 103. As illustrated in FIG. 1(b), there are arranged in the apparatus main
body 102, the transmit beamformer 104, the transmit-receive separation circuit 411, the receive beamformer 107, and
the image processor 108.

[0029] The transmit beamformer 104 generates signals of a transmission beam, allowing the signals to pass through
the transmit-receive separation circuit 411, and thereafter transfers the signals to the ultrasound probe 101. The ultra-
sound probe 101 transmits the ultrasound waves toward the internal body of the test subject 100, and the ultrasound
probe 101 receives echo signals reflected inside the body. The received signals pass through the transmit-receive
separation circuit 411 and are subjected to beamforming computation process, and the like, in the receive beamformer
107. The received signals after the beamforming computation are transferred to the image processor 108, and various
imaging processes are executed, using various filters, a scan converter, and the like, thereby generating an ultrasound
image. The ultrasound image is transferred to the monitor 103, and displayed thereon.

[0030] FIG. 2is a block diagram illustrating a configuration of the receive beamformer 107. This receive beamformer
is an adaptive beamformer in which a technique of adaptive signal processing is applied to the beamformer. As shown
in FIG. 2, the receive beamformer 107 incorporates a delay circuit 412, the similarity operator 404, a sample point
adjuster 410, an extraction converter 413, and an adaptive beamforming engine 405. Those components of the receive
beamformer 107 may be configured as independent circuit, respectively. As an alternative configuration, operations of
those components may be implemented, according to a memory for storing programs in advance, and a CPU and a
GPU for reading and executing those programs.

[0031] The similarity operator 404 obtains according to computations, similarity in the time direction between received
data items of multiple elements constituting the ultrasound probe 101 (hereinafter, also referred to as "received data"),
and inputs information being calculated based on the computation result, in the adaptive beamforming engine 405.
Processing for computing the similarity in the time direction in advance allows the adaptive beamforming engine 405 to
correct fluctuations in the time direction with a relatively small amount of computations, enabling more accurate estimation
of a pointimage. It is to be noted that as a previous stage of the similarity operator 404, the delay circuit 412 is arranged
to provide a delay time depending on the position of the elements, to the received signals respectively of the multiple
elements constituting the ultrasound probe, and perform processing for virtually obtaining a focal point (focused) at a
certain point in the space.

[0032] The ultrasound probe 101 is provided with multiple elements (ultrasound wave transducers) 400 arranged in
an array. The present embodiment employs an active channel technique, the elements in a partial region of the elements
400 are assumed as the active channels 401, in the ultrasound probe 101 that has received echoes in response to one
transmit ultrasound beam, and by using the received signals in the active channels 401, one image data (one raster) in
the direction along which the ultrasound wave propagates is generated. As illustrated in FIG. 2, multiple active channels
402,401, and 403 are sequentially structured, while shifting the positions of the elements gradually, rasters are generated
respectively for the active channels 402, 401, and 403, and those results are arranged to produce an ultrasound image.
[0033] In the following, operations of each component will be explained, in the case where the received data on each
of the elements in one active channel 401 in association with one transmitting-receiving, is subjected to the adaptive
beamforming process, thereby generating oneraster. FIG. 3 is aflow illustrating the processing of the receive beamformer
for this case.
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[0034] The multiple data items received by the active channel 401 pass through the transmit-receive separation circuit
411, and are inputted in the delay circuit 412 of the receive beamformer 107.

[0035] Inthe step 31, as shown in FIG. 4, the delay circuit 412 provides a delay time to each received signal (received
data) in the multiple elements 400 constituting the active channel 401, depending on the positions of the elements, the
delay time distributing an amount of delay in a concave form 205 centering on one point 201 in the space and virtually
focusing on the focal point 201 (step 31). By changing the shape of the concave form 205 to the concave forms 206 and
207, for instance, it is possible to allow the focal point to focus on the points 202 and 203, respectively. This configuration
enables delaying of the received signal 204 of each of the elements 400 in accordance with a desired focal point, thereby
obtaining the received signals (received data) 208 in which the wave fronts 1000 are aligned.

[0036] As shown in FIG. 5(a), if the number of the elements (channel count) constituting the active channel 401 is K,
the received data 208 at a certain sample point of time n is expressed by the following vector x(n) as shown in the
following formula (1):

[Formula 1]

x(n) = [x,(n), x, (1), x . (W] -+ (D

[0037] In the step 32, the similarity operator 404 placed in the stage subsequent to the delay circuit 412 receives as
an input signal, the vector x(n) made up of K received data items from the delay circuit 412, and performs the similarity
computation between the received signals of the different channels (elements). Specifically, the similarity operator 404
calculates a similarity function between the channels of the active channel (total count K), and outputs a result of the
calculation. As the similarity function, any function may be employed for outputting the similarity between multiple signal
vectors, such as Mahalanobis’ generalized distance, Pearson similarity function, and a cross correlation function.
[0038] Here, as an example of the similarity computation, the computation employing the cross correlation function
will be explained. The cross correlation function is one of the methods for representing the similarity between a signal
and another signal, and generally, it is expressed by the function C(n) as shown in the following formula (2). As shown
in the formula (2), the cross correlation function Cp(n) is expressed as a convolution between the received data xp(n) of
a certain channel p, and the signal x*p+q(n+r) that is obtained by flipping only by t in the time direction, the received data
Xp+q(N) of the channel p+q being q channels away from the channel p, and taking a conjugate thereof. Here, it may be
configured optionally how many channels exist from the channel p to the channel p+q, and q is any value as far as it
satisfies the formula (3). By way of example, if q = 1, C(n) represents the cross correlation function between the adjacent
channels. When the total number of channels is K, as expressed by the formula (4), (K-q) cross correlation functions
are outputted. For example, when q = 3, correlation is taken with the channel three channels away, and cross correlation
functions C4(n) to CK_q(n) of (K-3) combinations are outputted, i.e., (ch.1, ch.4), (ch2, ch5) ... (ch.K-3, ch.K) in total. In
the formula (2), the integral interval from -r to r indicates an interval in a cross correlation window 1003 as shown in FIG.
5(a), and the computation as shown in the formula (2) is performed as to the received data x(n) at each sample point of
time within the cross correlation window 1003.

[Formula 2]
¥ *
, = - - (2)
C,(m) iWA?(n)xpw(n-kryir
[Formula 3]
l<g<K-2 + 0 (3)
[Formula 4]

I<p<K-g¢g e (4)

[0039] FIG. 5(b) illustrates the cross correlation functions C4(n) to CK_q(n) obtained according to the formula (2). It is
to be noted here that FIG. 5(b) illustrates the case where q = 1.

[0040] The size of the cross correlation window 1003 may be a predetermined fixed value. Alternatively, the sample
point adjuster 410 may be configured as setting any size in response to an instruction from an operator. Specifically, in



10

15

20

25

30

35

40

45

50

55

EP 2 756 805 B1

the formula (2), by changing the size of the integral interval r, the size of the cross correlation window 1003 may also
be changed. In other words, the sample point adjuster 410 functions as a window-length adjuster for setting any length
of window in the time direction of the received signals.

[0041] The (K-q) cross correlation functions C4(n) to Cy_q(n) calculated according to the formula (2) are transferred to
extraction converter 413. In the step 33, as shown in the formula (5) and the formula (6), the extraction converter 413
extracts a value of one or more predetermined index (parameter) indicating the characteristics of the cross correlation
function Cp(n). The parameter value is extracted for each of the (K-q) cross correlation functions C4(n) to CK_q(n). As
the parameter, at least one parameter among the following is used; maximum value (peak amplitude) a, of C(n) in the
time direction, time lag At,(n) at the point of time taking the maximum value a, from the reference point of time ty, @,(n)
obtained by converting At,(n) to phase, complex number (complex data) §,(n) expressed by the maximum value a, and
(pp(n) as indicated in the formula (7), a combination of complex components Ip and qp as indicated in the formula (8),
and only the real part or only the imaginary part of the complex components.

[0042] The value of the predetermined parameter extracted by the extraction converter 413 is inputted into the adaptive
beamforming engine 405. When the complex data is used as the parameter, both the phase ¢,(n) and the amplitude a,,
are utilized, thereby allowing estimation of cross correlation with a high degree or precision in the adaptive beamforming
engine 405. It is to be noted that T in the formula (7) represents the cycle of the ultrasound wave.

[Formula 5]

ap(n):,\/max[cp(n)] C e e (5)

[Formula 6]
AZP(}/Z):Z@IMX[CP(H)] —f ... (e)
[Formula 7]
. _ At,
& =a,mexp(ig, ), ¢,=2m—F ... (o)
[Formula 8]

I,=a,co8¢,(n), Q,=a,sing(n) ... (g,

[0043] As illustrated in FIG. 2, on the stage subsequent to the extraction converter 413, the adaptive beamforming
engine 405 is placed. The adaptive beamforming engine 405 is a block for generating a beamforming output based on
the multiple input signals, and serves as a primary operator of the adaptive beamformer (receive beamformer) 107. As
illustrated in FIG. 2, the adaptive beamforming engine 405 is provided with a matrix operator 406, an adaptive weight
operator 407, and a beamforming operator 408. In the present embodiment, taking an example that the MVDR algorithm
is used as the algorithm of the adaptive weight operator 407, the processing of the adaptive beamforming engine 405
will be explained.

[0044] In the step 34, the matrix operator 406 calculates the spatial covariance matrix R(n) according to the formula
(9). R(n) is computed by using at least one of the following predetermined values; a,,, Aty(n), ¢,(n), &,, and a combination
of Ip and Qp, being extracted by the extraction converter 413. Here, an example will be explained as to the case where
the complex data & is used to obtain the spatial covariance matrix R(n) of the formula (9). As expressed by the formula
(9), R(n) is obtained by calculating ensemble average of the product between the complex vector £(n) expressed by the
formula (10), and its complex transpose vector £(n).

[Formula 9]
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3

SME M EMEm) - G(mE,(n)

R(}’I) — E[&(n)é"(n)] —E gz(n):é:l (7’2) ‘fz (n):fz (n) fz(i’l)é?(_q (}’l)

| fk-q(n)fl*(n) é:K—q(n)é:;(n) é:K—cl(n)é;'(—q(n) ]

=%Z_gg(n—s)g”(n—s) c e e (9)

[Formula 10]

§(1) = [&(0), &, (1), &gy (W] < (10)

[0045] The present invention is characterized in that the similarity being computed by the similarity operator 404 is
used as the input (element) in the R(n) of the formula (9). Since the similarity is used, if the size of the received active
array 401 is assumed as K, the spatial covariance matrix R(n) becomes a square matrix of (K-q) X (K-q). In a conventional
adaptive beamformer, the input into the spatial covariance matrix uses the x(n) in the formula (1), and therefore, the
covariance matrix becomes the square matrix of K X K.

[0046] Itis to be noted that in the formula (9), the ensemble average number N is defined as uniform mean as shown
in the rightmost side of the formula (9), assuming N = 2S + 1 points in total, where there are S samples respectively
before and after the target sample point &(n).

[0047] In the step 35, the adaptive weight operator 407 that has received the spatial covariance matrix R(n) calculates
a weight vector w(n) using the MVDR method. The weight vector according to the MVDR method is obtained by the
formula (11) in this example here.

[Formula 11]

R7'(n)

winl=———m
() a"R™'(n)a

- (11)

[0048] In the formula (11), R(n) represents the covariance matrix at a certain sample point n in the time direction,
being generated according to the formula (9), and "a" represents a mode vector.

[0049] By way of example, if the MVDR method is applied to a received signal sample at a certain one point of time
in the linear scan, the complex weight vector w(n) that is obtained assuming the coming direction 6 = 0° as a direction
of interest, serves as an adaptive filter that minimizes a response from any direction other than the direction of interest,
and therefore, enhancement of resolution in the orientation direction may be expected. In the present embodiment, since
the delay processing is applied in the delay circuit 412 as described above, the input signal is the data with the wave
fronts 1000 being aligned in the direction of 6 = 0°. Therefore, in the formula (9), the mode vector a may be simply
assumedasa=[1,1, ..., 1.

[0050] Inthe step 36, the beamforming operator 408 receives the complex weight vector w(n) obtained by the adaptive
weight operator 407, and performs the computations as shown in the formula (12) to the formula (14), together with the
received data vector x(n) received from the delay circuit412 in bypassing manner. Accordingly, the beamforming operator
408 obtains the beamforming output y(n) of one raster that corresponds to the active channel 401.

[0051] The formula (12) and the formula (13) indicate the processing of the trapezoidal weighting that degenerates
the received data vector x(n) being (K) components upon inputted in bypassing manner from the delay circuit 412, to
the vector z(n) made up of (K-q) elements corresponding to the number of the cross correlation functions. In converting
the (K) elements to (K-q) elements, any computations may be applicable, as far as it is possible to degenerate from (K)
elements to (K-q) elements. Therefore, it is also possible to use any linear operation that is different from the processing
of the trapezoidal weighting as indicated by the formula (12) and the formula (13).

[Formula 12]
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X;,(fz):[xp(rz),xwl(n),...,wa_q_l(rz)]T C e e (1 2)
[Formula 13]

g+1

2(m)= 3 %, (M) = [5,(),5,(), 2 , (T ... (1 0)

[Formula 14]

¥(n) =W (n)z(n) e

[0052] The beamforming output y(n) of one raster obtained by the formula (14) is transferred to the image processor
108, one by one, along with shifting from the active channel 401, to the active channels 402 and 403 on the receive
array. In the image processor 108, the scan converter arranges all the rasters and generates a two-dimensional image.
In addition, the image processor performs various backend image processing such as various filter processing. Finally,
the monitor 103 displays an ultrasound image.

[0053] As thus described, in the adaptive method of the present embodiment uses the received signal to obtain the
weight vector w(n) by performing the computations, for each sample point in the time direction of the received signal
x(n). Then, by subjecting those w(n) and x(n) to computational treatments, thereby obtaining the beamforming output
y(n). Accordingly, the weight vector is allowed to be change more adaptively, and therefore, higher-density ultrasound
image may be obtained, if it is compared with the case where the weight vector w being the fixed value is used, as
illustrated in FIG. 6 as a comparative example.

[0054] Furtherinthe present embodiment, the processing for computing the similarity in the time direction is performed
in advance, and the adaptive beamforming engine 405 is allowed to correct the fluctuations in the time direction with
relatively a small amount of computations, thereby enabling more accurate estimation of the point image. Accordingly,
it is possible to correctimage blurring in the time direction (depth direction), and obtain a sharper point image. In addition,
an ultrasound image including little false images and noise may be obtained stably.

[0055] With reference to FIG. 5(c) and FIG. 5(d), an explanation will be provided as to an effect produced by performing
the processing for computing the similarity. FIG. 5(c) illustrates plotting at a certain sample point of time n, with the output
x(n) from the delay circuit 412 as the vertical axis, and with the channel number as the horizontal axis. FIG. 5(d) illustrates
plotting at a certain sample point of time n, with the value extracted by the extraction converter 413 as the vertical axis,
indicating the characteristics of the output of the computation result C, from the similarity operator 404 (any of the
parameters; a, Atp(n), (pp(n), gp(n), and a combination of complex components Ip and Qp, and (pp(n) is extracted in this
example here), and with the channel number as the horizontal axis.

[0056] As illustrated in FIG. 5(c), a profile of the received signals in the channel direction indicate the RF signals
(received signals) of a sound wave, being placed side by side without any change, and thus it includes much noise, and
in some cases, a jump 1009 may occur in the profile, due to influence of micro scattering substances and noise. Though
it is possible to mitigate the influence of the jump 1009 by taking an average in the time direction, there is a limit thereto.
Therefore, if the RF signals as shown in FIG. 5(a) without any change, or an arithmetic average thereof taken in the
time direction, and thereafter inputted in the adaptive beamforming engine, the weight w(n) being obtained may be
influenced by the noise and/or the jump 1009. In particular, in the case where the adaptive beamformer such as the
MVDR method is applied to the RF signals, the weight w(n) is generated in a manner as focusing on the jump 1009 of
data. Therefore, a false image may be generated at the position of the jump 1009, for the case where no objects exists
actually. By way of example, if the similarity computation is not performed (i.e., the estimation in the time direction is not
performed), there is no other way but assuming the fixed phase 1016 as the phase ¢ that is used for the estimation by
the adaptive beamforming engine, the fixed phase 1016 being almost out of phase with the actual phase 1010 as shown
in FIG. 5(d). Therefore, the estimation precision in the time direction may be decreased, and an image quality of a final
ultrasound image may be deteriorated.

[0057] On the other hand, in the present embodiment, in the similarity computation performed by the similarity operator
404, matched filter processing in the formula (2) is performed, assuming a wave as one packet. Therefore, as shown in
FIG. 5(b), an averaging action in the time direction is obtained, thereby acquiring the channel-direction profile 1010 in
which the noise is reduced. By way of example, the phase 1010 extracted by the extraction converter 413 from the
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computation result of the similarity operator 404 is used, thereby allowing estimation with a higher degree of precision
in the time direction, and producing an effect that the point image of the final ultrasound image is rendered to be a sharp
image with a spot small in diameter in the time direction (ultrasound wave propagating direction).

[0058] Itis also possible to perform a spatial average operation using a subarray matrix, as one of the other methods
of computational algorithm in the matrix operator 406 as described above. The subarray matrix is expressed by the
formula (15) and the formula (16).

[Formula 15]

R; (m) =& (m&™ (n) o (18)

[Formula 16]

& m=[g(»), E.@),.nE, @ - - (1e)

[0059] A main diagonal component of the subarray matrix is made to shift one sample by one sample, in accordance
with the main diagonal component of the covariance matrix R(n), so as to perform the spatial average operation of ((K-
q)-L+1) subarray matrixes, and the covariance matrix R*(n) in the formula (17) is obtained. When this covariance matrix
RA(n) is subjected to the computation in the adaptive weight operator 407, the covariance matrix R*(n) is substituted for
R(n) in the aforementioned formula (11), and the weight w*(n) is calculated. The beamforming operator 408 uses the
formula (18) and the formula (19) to output the beamforming output y(n).

[Formula 17]

S K-g-L+1

R = Fx=,- L+1>§s 2 Rit=s

[Formula 18]

[‘.

2 (n)=[z,(n). 2, (M), 2 (M - (e

[Formula 19]

K—g—L+1

y(n) =w ™ (n) Z, z,(n) ... (19)

[0060] As described above, the spatial average operation of the subarray matrix is performed in the matrix operator
406, thereby producing an effect that the noise caused by correlation in the received ultrasound signals is restrained.
In addition, as one of the spatial averaging methods, it is also possible to perform a publicly known forward/backward
spatial average processing.

[0061] Inthe presentembodiment asdescribed above, an explanation has been provided as to an example for obtaining
the similarity between one received signal and another signal "q" channels away, in the similarity operator 404. For
example, in the case where the similarity of the received signals is obtained between the adjacent channels where q =
1, the similarity operator 404 outputs (K-1) cross correlation functions, and thus, the number of the vector elements in
the formula (10) and the formula (11) computed in the adaptive beamforming engine 405 also becomes (K-1). Therefore,
prior to subjecting the received data vector x(n) and the complex weight vector w(n) to the computation process, it is
necessary, according to the formula (12) and the formula (13), to make the received data vector x(n) to degenerate into
the vector z(n), which is made up of (K-1) elements, corresponding to the number of the cross correlation functions. In
order to avoid the computations in the formula (12) and the formula (13), the similarity operator 404 obtains a self-
correlation function of the input data xk(n) in the K-th channel, as shown in the formula (20), and the result Cx(n) may

10



10

15

20

25

30

35

40

45

50

55

EP 2 756 805 B1

be used as the K-th cross correlation function when the similarity q = 1.

[0062] Accordingly, as shown in the formula (21) and formula (22), it becomes possible to prepare the vectors as
shown in the formula (10) and the formula subsequent thereto while maintaining the channel number K, and this allows
the received signal x(n) being inputted in bypassing manner to be used without degeneration. Ultimately, the beamforming
output may be obtained according to the formula (23).

[Formula 20]
CK(n):L‘xK(n)xK(n+-f)dT c .+ (20)
[Formula 21]
&) =[&(m), &), &M - - - (21)
[Formula 22]
z(n) =x(n) =[x, (M), %, (1), ... x, (D)« . . (2 2)
[Formula 23]

y(n)=w" (n)x(n)

[0063] As discussed above, the present embodiment is characterized in that the similarity computation is performed
on the received signals from the multiple elements in the receive array, as an algorithm of the adaptive beam forming,
and by using the result of the computation, the spatial covariance matrix R(n) is generated. Therefore, the adaptive
weight operator 407 may employ any algorithm for performing the beamforming based on the spatial covariance matrix
R(n). In other words, it is possible to use not only the MVDR method, but also the MUSIC (Multiple Signal Classification)
method, the APES (Amplitude and Phase Estimation) method, the method of ESPRIT (Estimation of Signal Parameters
via Rotational Invariance Techniques), the MEM (Maximum Entropy Method), or the like, for instance.

(23)

(Second embodiment)

[0064] With reference to FIG. 7, the ultrasound imaging apparatus according to the second embodiment of the present
invention will be explained. FIG. 7 is a block diagram showing the receive beamformer 107 according the second
embodiment. FIG. 8 is a flowchart illustrating the operations of each component in the receive beamformer 107.
[0065] Inthe second embodiment, the adaptive weight operator incorporates a weight memory for storing in advance
multiple-type combinations of a distribution of the similarity and the weight value, and a weight estimator. The weight
estimator selects a combination of the distribution of the similarity and the weight value being stored in the weight
memory, based on multiple distributions of the similarity received from the similarity operator, thereby enabling a selection
from the weight values associated with the multiple distributions of the similarity received from the similarity operator.
[0066] Specifically, as illustrated in FIG. 7, the receive beamformer 107 of the second embodiment is different from
the receive beamformer 107 of the first embodiment in FIG.2, in the configuration of the adaptive beamforming engine
501. The configuration except the receive beamformer is the same as the first embodiment, tedious explanations will
not be provided.

[0067] Inthe second embodiment, as shown in FIG. 7, the adaptive beamforming engine 501 is provided with a weight
estimator 502, a weight memory 503, and the beamforming operator 504. The adaptive beamforming engine 405 of the
first embodiment in FIG.2 performs the similarity computation and the adaptive weight computation, for one sample each
(or every some samples) in the time direction of the receive data x(n), and the adaptive beamforming is performed
sequentially. The second embodiment is characterized in that the weight computation is not performed for each sample.
In the second embodiment, the weight memory 503 (Look Up Table: LUT) stores in advance, similarity extraction values
being preliminarily assumed and weight vectors w(n) respectively associated with the assumed similarity extraction
values. The weight estimator 502 estimates a weight based on the weight vectors w(n) in the weight memory 503.
[0068] Specifically, the weight memory 503 stores, according to a preliminary off-line processing, a distribution in the
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channel direction (e.g., n = 1 to (K-q)) of the values (e.g., (pp(n)) assumed in advance, of the predetermined parameter
indicating the similarity of the received signal x(n) (at least one predetermined parameter from the following; ap, At,(n),
9p(N), &p(n), and a combination of complex components |, and Q). In addition, the weight memory 503 stores for each
distribution of the aforementioned parameter, the weight vector w(n) obtained according to the computation in advance,
in association with the distribution of the parameter value. The weight vector w(n) is computed by the algorithm according
to the matrix operator 406 and the adaptive weight operator 407 in the adaptive beamformer of the first embodiment.
[0069] The operations of the receive beamformer 107 according to the present embodiment will be explained. In the
steps 31 to 33 in FIG. 8, in the same manner as the steps 31 to 33 of the first embodiment in FIG. 3, in the transmit-
receive separation circuit 411, the delay circuit412, the similarity operator 404, and the extraction converter 413, similarity
is computed as to the received signal x(n) with the wave fronts being aligned by the delay process, and the predetermined
parameter (e.g., (pp(n), n = 1 to (k-q)) is extracted based on the similarity. This parameter is identical to the parameter
whose distribution in the channel direction is stored in the weight memory 503.

[0070] In the step 44, the weight estimator 502 compares the distribution in the channel direction, as to the predeter-
mined parameter indicating the similarity, received from the extraction converter 413, with the data stored in the weight
memory 503, and selects the stored data having the distribution being the closest to the distribution of the parameter in
the channel direction. In order to select the stored data being the closest to the distribution of the parameter in the
channel direction, it is possible to use an existing curb fitting algorithm, such as the maximum likelihood estimation, least
squares method, and recursive fitting algorithm by polynomial approximation. The weight estimator 502 transfers to the
beamforming operator 504, the weight vector w(n) stored in association with the stored data indicating the selected
distribution of the parameter in the channel distribution, as the estimated weight vector.

[0071] In the step 45, the beamforming operator 504 performs computations, as to the estimated weight vector w(n)
and the received signal x(n) received from the delay circuit 412 in a bypassing manner, through the use of any of the
formula (14), the formula (19), and the formula (23), and obtains the beamforming output y(n) of one raster in association
with the active channel 401.

[0072] In the configuration of the second embodiment, using the adaptive beamforming engine 501 in FIG. 7 avoids
one-by-one calculation of the weight. Therefore, it is possible to reduce the computation cost drastically, relative to the
case where the adaptive beamforming engine 405 in FIG.2 is used.

[0073] The presentembodimentis directed to a configuration where signals obtained by subjecting the received signals
to the similarity computation are inputted into the adaptive beamforming engine 501. In the first embodiment, as explained
with reference to FIG. 5(d), the signals subjected to the similarity computation in advance have little noise in the profile
in the channel direction, achieving high signal stability. Therefore, in the second embodiment, even in the case where
LUT-type adaptive beamforming engine 501 is used as the adaptive beamforming engine, itis possible to perform weight
estimation with a high degree of precision. By way of example, if the LUT-type adaptive beamforming engine 501 is
employed using the channel distribution 1006 including much noise and jumps as illustrated in FIG. 5(b), the degree of
precision in the weight estimation may become low. On the other hand, as in the present embodiment, if a distribution
is used which has been subjected to the cross correlation processing in the similarity operator 404, this enables more
accurate approximation in the weight estimator 502, for instance, enabling polynomial approximation to be performed,
and therefore, it is possible to enhance the degree of precision of the channel weighting estimation, through the use of
the weight memory 503.

(Third embodiment)

[0074] The third embodiment is directed to a configuration where the adaptive weight operator has both the first
operator and the second operator. The first operator uses the similarity obtained by the similarity operator to perform
the adaptive signal processing, and computes the adaptive weight. The second operator is provided with the weight
memory that stores in advance, multiple-type combinations of the distribution of similarity and the weight value, and the
weight estimator. The weight estimator selects a combination of the distribution of the similarity and the weight value,
being stored in the weight memory, thereby allowing a selection from the weight values associated with multiple distri-
butions of the similarity received from the similarity operator. In addition, the adaptive weight operator may be provided
with at least one of a drive switching part and an output switching part; the drive switching part is provided for selectively
driving the first operator or the second operator, and the output switching part is provided for selectively transferring to
the image processor, an output from either of the first operator and the second operator.

[0075] Hereinafter, with reference to FIG. 9, the ultrasound imaging apparatus according to the third embodiment of
the present invention will be explained specifically. FIG. 9 is a block diagram illustrating a part of the receive beamformer
according to the third embodiment. The receive beamformer of the third embodiment includes a dual beamforming
engine as illustrated in FIG. 9, being provided with, as the adaptive beamforming engine, both the adaptive beamforming
engine 405 of the first embodiment and the beamforming engine 501 of the second embodiment. The adaptive beam-
forming engine 405 of the first embodiment is referred to as a sequential-type adaptive beamforming engine, and the
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adaptive beamforming engine 501 of the second embodimentis referred to as the LUT-type adaptive beamforming engine.
[0076] In the third embodiment, there are provided a switching part 603 for selectively activating either one of the two
types beamforming engines 501 and 405, and a controller 601 for controlling the switching part 603. The switching part
603 is provided with a switch 602 for transferring the output from the extraction converter 413 to either of the two-types
beamforming engines 501 and 405.

[0077] The configuration and operations of each of the beamforming engines 501 and 405 are the same as those
explained in the first and the second embodiments, and therefore, they will not be explained tediously.

[0078] In the configuration of the third embodiment, the operator of the ultrasound imaging apparatus determines as
to switching of the beamforming engines, based on the magnitude of the contrast ratio of the ultrasound image of the
test subject, and the magnitude of temporal/spatial fluctuations of the ultrasound image, allowing the operator to instruct
the controller 601 which of the two-type beamforming engines is to be used; the beamforming engine 501 or the beam-
forming engine 405. According to this configuration, it is possible to provide an ultrasound image, by selectively using
the beamforming engine suitable for the condition of the test subject.

(Fourth embodiment)

[0079] The fourth embodiment is directed to a configuration that a subtraction part obtains a difference between a
computation result of the first operator and a computation result of the second operator in the third embodiment, and
according to the difference obtained by the subtraction part, the weight changer changes the weight value stored in the
weight memory of the second operator.

[0080] With reference to FIG. 10, the ultrasound imaging apparatus according to the fourth embodiment of the present
invention will be explained. FIG. 10 is a block diagram illustrating the receive beamformer 107 according to the fourth
embodiment.

[0081] In the receive beamformer 107 of the fourth embodiment as shown in FIG. 10, a feedback group is added to
the dual beamforming engine 501 and 405 of FIG. 9 according to the third embodiment. Specifically, there is provided
a subtraction part 701 for calculating a difference between the beamforming output y(n) from the LUT-type beamforming
engine 501 and the beamforming output y(n) from the sequential-type beamforming engine 405. A difference output
from the subtraction part 701 is inputted into the weight memory 503. The weight changer 703 is placed in the weight
memory 503, and the weight changer changes the value of the weight w(n) stored in advance in the weight memory
503, based on a difference output from the subtraction part 701. Specifically, the weight changer 703 performs compu-
tations according to a predetermined algorithm, thereby assuming the difference output from the output part 701 as an
error, and changing the value of the weight w(n) being stored in advance in the weight memory 503 so that the error
becomes minimum.

[0082] Any algorithm is applicable to the computation in the weight changer 703, as far as the algorithm is able to
minimize the error. It is preferable, however, to utilize the algorithm that is similar to the MMSE (Minimum Mean Square
Error), for instance. As the algorithm of the MMSE, it is possible to use any one of the following; LMS (Least-Mean
Squares) based on a steepest descent method, SMI (Sample Matrix Inversion) being a direct solution method of a
sample value, and RLS (Recursive Least Square: recursive least squares method) like the Kalman filter.

[0083] As discussed above, in the fourth embodiment, it is possible to perform calibration for making the weight value
w(n) obtained by the weight estimation by the LUT-type adaptive beamforming engine 501 to be close to the weight
value w(n) that is computed in the sequential-type adaptive beamforming engine 405. Therefore, upon starting the
imaging, both the LUT-type adaptive beamforming engine 501 and the sequential-type adaptive beamforming engine
405 are activated, and the subtraction part 710 performs the feedback operation, thereby optimizing the weight value
within the weight memory 503 in the LUT-type adaptive beamforming engine 501. Once the optimization is completed,
the sequential-type adaptive beamforming engine 405 and the subtraction part 701 are stopped, and according to the
weight estimation performed only by the LUT-type adaptive beamforming engine 501, it is possible for the LUT-type
adaptive beamforming engine 501 to estimate the weight w(n) similar to that of the sequential-type adaptive beamforming
engine 405, and perform the beamforming computation.

[0084] Accordingly, compared to the second embodiment, though the calculation burden is increased a little, the weight
value in the weight memory 503 of the LUT-type adaptive beamforming engine 501 is able to be changed to an optimum
weight value w(n), and thus, it is possible to provide an ultrasound image that is more suitable for the condition of the
test subject.

[0085] In the present embodiment, the adaptive beamforming engines 405 and 501 receive inputs of signals being
obtained by subjecting the received signals to the similarity computation, and including little noise and being high in
stability. With this configuration, even in the case where the LUT-type adaptive beamforming engine 501 is employed
as discussed in the second embodiment, the degree of precision of the channel weighting estimation is high. Therefore,
in the present embodiment, in the configuration of the dual adaptive beamforming engine utilizing the feedback loop,
perturbation is decreased in the output from the subtraction part, being assumed as an error amount, thereby achieving
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a stable feedback processing. In addition, in the weight changer 703, upon performing the computation for changing the
weight value to a value that makes the error minimum, according to the MMSE, or the like, the number of iterative
computations may be reduced, and the computation cost may also be reduced.

(Fifth embodiment)

[0086] With reference to FIG. 11, the ultrasound imaging apparatus according to the fifth embodiment of the present
invention will be explained. FIG. 11 is a block diagram illustrating the receive beamformer 107 according to the fifth
embodiment.

[0087] The receive beamformer 107 in FIG. 11 has a configuration that in addition to the dual beamforming engine
501 and 405 with the feedback loop by the subtraction part 701, similar to the fourth embodiment, switching parts 801,
802, and 803 for switching the beamforming engines are provided. There are arranged the switching controller 806 for
controlling the switching operations of the switching parts 801, 802, and 803, and a timing controller 808 for providing
an instruction with regard to the switching timing, to the switching controller 806.

[0088] In the configuration of FIG. 11, in response to the control signal from the switching controller 806, the switches
804 and 805 in the switching part 801, the switching parts 802 and 803 are switched, thereby selectively transfer any
of the following to the image processor 108; a beamforming output from the sequential-type beamforming engine 405,
a beamforming output from the LUT-type beamforming engine 501, or a beamforming output from the LUT-type beam-
forming engine 501 via the feedback loop according to the subtraction part 701.

[0089] Further in the configuration of FIG. 11, the timing controller 808 is able to control the switching timing of the
switching controller 806. Accordingly, by way of example, if the movement of the test subject (patient) during the operation
is large, or the like, the feedback loop according to the subtraction part 701 is iterated, increasing the number of updating
the weight value in the weight memory 503, so as to follow the movement. On the other hand, if the movement of the
test subject is small, the feedback loop according to the subtraction part 701 is not iterated, and the computing burden
is reduced, thereby flexibly managing the computation scheme of the adaptive ultrasound image and various applications
thereof, such as assigning a part of the calculation cost to other image processing algorithms in the image processor 108.

(Sixth Embodiment)

[0090] With reference to FIG. 12 (a) and FIG. 12(b), the sixth embodiment of the present invention will be explained.
FIG. 12(a) is a block diagram illustrating the similarity operator 404, and the extraction converter 413 of the present
embodiment. FIG. 12(b) illustrates a processing of the decimating operator of FIG. 12(a).

[0091] Asillustratedin FIG. 12(a), in the present embodiment, there is provided a switching part 902 within the similarity
operator 404. The switching part 902 performs switching whether the signals inputted from the delay circuit 403 into the
similarity operator 404 are subjected to the similarity computation process as performed in the first embodiment, and
the like, or the signals are transferred to the extraction converter 413 as they are, without performing the similarity
computation.

[0092] The extraction converter 413 is provided with the extraction operator 905 for performing computations for
extracting a predetermined parameter, similar to the first embodiment and the like, and the decimating operator 904.
Within the extraction operator 905, a switching part (parameter (index) switching part) 903 for switching the types of
parameters to be extracted from the computation result Cp(n) of the similarity operator. The decimating operator 904
decimates the output from the extraction operator 903, and outputs the result to the beamforming engines 405 and 501.
[0093] An extraction parameter changer 901 is connected to the switching parts 902 and 903, so as to control the
operations of those switching parts.

[0094] The extraction parameter changer 901 switches the switching part 902 according to an instruction from a
manipulator (operator), thereby allowing a selection whether the signals inputted to the similarity operator 404 from the
delay circuit 403 are transferred as they are, to the extraction operator 905, or a result after applying the similarity
computation is transferred to the extraction operator 905. Further by switching the switching part 903, it is possible to
change which parameter is extracted by the extraction operator 905, based on the signals received from the similarity
operator 404. In other words, it is possible to select from one of the following, and switched thereto; the peak amplitude
ap(n), peak time lag At,(n), phase ¢, or complex signals (£,(n), I5(n), Qp(n)).

[0095] The decimating operator 904 decimates in the time direction, a result of the similarity computation or the output
from the delay circuit 403, received from the extraction operator 905, and outputs the result of decimation. Specifically,
as shown in FIG. 12(b), the decimating operator 904 decimates the output from the extraction operator 905 at a prede-
termined interval, and outputs the result. In other words, during the period 1014 from the sample point of time n to the
sample point of time n+4, an average of the output at the sample point of time n and the output at the sample point of
time n+5 is continued to be outputted from the extraction operator 905. During the period 1015 from the sample point
of time n+5 to the sample point of time n+9, an average of the output at the sample point of time n+5 and the output at
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the sample point of time n+9 is continued to be outputted. As described above, during a predetermined period of the
sample points of time (e.g., 5 samples) 1014 and 1015, the same value is continued to be outputted, thereby reducing
the burden on the computation in the beamforming engines 405 and 501 in the subsequent stage. By way of example,
if the outputs are decimated every five samples, the processing cost for the beamforming engine may be reduced to
one-fifth of the cost. In addition, since the average taken with the output in the subsequent period is employed as the
output during the predetermined periods 1014 and 1015, it is possible to prevent significant fluctuation of the output,
which may be caused by decimating the samples.

[0096] In the sixth embodiment, as the configuration other than above, any of the configurations in the first to the fifth
embodiment may be employed.

(Console of ultrasound diagnostic apparatus)

[0097] FIG. 13 illustrates a console 130 of the ultrasound imaging apparatus of the present invention. As illustrated
in FIG. 13, some of the characteristics of the embodiments as described above may be arranged in the console of the
ultrasound diagnostic apparatus. By way of example, the controller 601 in FIG. 9 and the switching controller 806 in FIG.
11, for selectively activating two types of beamforming engines 405 and 501, and the extraction parameter changer 901
in FIG. 12, are arranged in the form of switch part 1103 of the console as shown in FIG. 13. This configuration allows
the operator to switch the types of the beamforming engines, and the types of extraction parameters. The switching
timing controller 808 in FIG. 11, and the sample point adjuster410in FIG. 2, FIG. 7, FIG. 10, an FIG. 12 may be arranged
on the console, in the form of tabs 1101 and 1102 with marks, and the like. With this configuration, it is possible for the
operator to change explicitly, a value of repeat timing that indicates, for example, how many times the LUT-type beam-
forming engine 501 is activated before activating the sequential-type beamforming engine 405 once, and to change the
number of correlation sample points (r in the formula (2)). This configuration allows the operator to change various
parameters of the adaptive beamformer, while checking the actual ultrasound image, thereby undertaking diagnostic
evaluation in an optimum condition that depends on the patient. It is also possible to configure such that the set values
are displayed in a part 1104 of the display area on the monitor 103.

(Examples of effects produced by the aforementioned embodiments)

[0098] With reference to FIG. 14(a) to FIG. 14(d), effects of the aforementioned embodiments will be explained. In
FIG. 14(a) to FIG. 14(d), the receive beamformer, and the like, of the present embodiment and the comparative example
are used to generate an ultrasound image from echo signals being point scatterers. In all the images from FIG. 14 (a)
to FIG. 14(d), the channel direction (aperture direction) of the array-like elements (ultrasound transducer) 400 is assumed
as a horizontal axis, and the ultrasound propagating direction is assumed as the vertical axis, being the direction down-
wardly away from the elements 400.

[0099] The ultrasound image 1203 in FIG. 14(a) is obtained by the first embodiment that uses the similarity operator
404 and the adaptive beamforming engine 405, and the ultrasound image 1204 in FIG. 14(b) is obtained as a comparative
example, by a conventional-type delay-and-sum method (without the similarity computation nor the adaptive beamforming
engine 405). The ultrasound image 1205 in FIG. 14 (c) is obtained as a comparative example, where the similarity
operator 404 and the extraction converter 413 are removed from the first embodiment, and this image is obtained using
only the adaptive beamforming engine and performing the averaging process in the time direction (the number of points
for the averaging is identical to the decimation points for the case of the ultrasound image 1203). The ultrasound image
1206 in FIG. 14(d) is obtained by using only the adaptive beamforming engine, without performing the time-direction
averaging.

[0100] FIG. 15(a) is obtained by profiling the brightness of the depth at which the maximum brightness points are
positioned in the ultrasound images 1203 to 1206 of FIG. 14(a) to FIG. 14(d), along the channel direction, and FIG. 15(b)
is obtained by profiling the brightness of the channel at which the maximum brightness points are positioned, along the
depth direction. In FIG. 15(a) and FIG. 15(b), the brightness is displayed in decibels (dB).

[0101] As obvious from FIG. 14 and FIG. 15(a) and FIG. 15(b), the ultrasound image 1203 obtained in the first em-
bodiment shows a sharp image of the point scatterers, being comparable to the ultrasound image 1206 obtained by
calculating the adaptive weight, point by point. It is also found that the image of the point scatterer forms a smaller spot,
relative to the ultrasound image 1205 obtained by calculating the adaptive weight in the time direction. If compared with
the ultrasound image 1204 obtained by the delay-and-sum method, the image of the point scatterer becomes smaller
by three times or more, and it is found that the resolution of the ultrasound image is drastically enhanced.

[0102] As described above, according to FIG. 14, FIG. 15(a) and FIG. 15(b), it has been confirmed that the present
invention enhances the lateral resolution drastically, relative to the delay-and-sum method, and it is also possible to
obtain performance comparable to other adaptive beamforming methods, and sharp point images with a small spot
diameter.
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[0103] In the aforementioned embodiment as described above, a result of the similarity computation is inputted into
the adaptive beamforming engine, thereby making the point image in the time direction to be sharp with a small spot
diameter, and further enabling acquisition of an ultrasound image including little false image and noise, in a stable manner
and at a low cost. With this configuration, it is possible to implement an adaptive ultrasound imaging apparatus achieving
both high image quality and high stability.

(Seventh embodiment)

[0104] The ultrasound imaging apparatus according to the aforementioned second aspect the present invention will
be specifically explained, as the seventh embodiment.

[0105] With reference to FIG. 16, the ultrasound imaging apparatus according to the seventh embodiment of the
present invention will be explained. FIG. 16 is a block diagram illustrating the receive beamformer 107 according to the
seventh embodiment. FIG. 17 is a flowchart showing the operations of each component in the receive beamformer 107.
[0106] As illustrated in FIG. 16, the receive beamformer 107 of the seventh embodiment is different in configuration
from the receive beamformer 107 of the first embodiment as shown in FIG. 2, in the point that the second delay circuit
1600 is placed between the adaptive beamforming engine 405 and the extraction converter 413. In addition, as illustrated
in FIG. 17, the steps 1700 and 1701 are added to the operations in the receive beamformer 107, instead of the step 34
in the flow of the first embodiment in FIG. 3. Since other configurations and operations are the same as those in the first
embodiment, tedious explanation will not be provided.

[0107] In the seventh embodiment, as shown in FIG. 17, the received data x(n) is delayed again according to the
similarity extraction value calculated based on the similarity in the extraction converter 413, thereby aligning the wave
fronts (step 1700). The data x’ (n) as to which the second delay circuit 1600 aligns the wave fronts again, is inputted
into the adaptive beamforming engine 405, instead of the predetermined index being extracted (ap, Atp(n), (pp(n), ép(n),
and a combination of Ip and Qp being the complex components indicated by the formula (8), and the like) in the first
embodiment, and the spatial covariance matrix R(n) is generated (step 1701).

[0108] Specifically, as described in the first embodiment, the extraction converter 413 is allowed to extract time lag
Aty(n) from the reference time, by the cross correlation processing according to the formula (6). Here, the delay circuit
1600 makes use of the time lag At, to delay the received signal x(n) again, thereby aligning the wave fronts (step 1700).
The data x’(n) in which the wave fronts are aligned by the delay circuit 1600 is expressed by the formula (24). Here,
Arp(n) in the formula (24) represents the number of delayed sample points obtained by converting the scale of the lag
Ary(n) from the reference point of time, so as to be in tune with the sampling frequency of the received data. The formula
(24) indicates an embodiment when the K-th channel is taken as the reference point, but any channel element from 1
to K may be applicable as the reference point.

[Formula 24]

X,(0=x,(n=A7,(M) ... (54
I<p<K-1

‘X'K(I’Z) =X, (n)

[0109] In the present embodiment, particularly as a preferred example, the formula (24) indicates the case where q =
1 in the formula (3) and the formula (4). However, even when q is not equal to 1, the seventh embodiment is applicable
by allowing the data to degenerate between the channels appropriately, such as resampling the received data in the
channel direction.

[0110] The data x’(n) in which the wave fronts are aligned by the second delay circuit 1600 is inputted into the adaptive
beamforming engine 405, and the matrix operator 406 calculates the spatial covariance matrix (step 1701). Therefore,
in the seventh embodiment, the spatial covariance matrix R’(n) is expressed by the formula (25), and by using this spatial
covariance matrix R’(n), the adaptive weight computation and the beamforming computation are performed. The sub-
sequent configuration and a procedure for signal processing are the same as those in the first embodiment.

[Formula 25]
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X(mx(n) x| (mxy(n) - x(mxl(m))]

Ri(n) = E[x'()x™ (my] = E1| 20D% 00 %00 () -z (m)xy ()

XM () x(m)xy (n) - x(m)xg(n))

1 al ' tH

[0111] As described above, in the configuration of the seventh embodiment, it is possible to render the received data
in phase, which are not sufficiently in phase by the delay circuit with a fixed parameter. As illustrated in FIG. 5(b), the
lag At indicates a difference of the arriving time points of the receive elements between the channels, and this difference
corresponds to the time lag that occurs due to the influence from the wave front strain within the test subject. By using
the received data x’(n) in which the wave fronts are aligned again, more accurate values may be used in estimating the
channel weight in the adaptive beamforming engine.

[0112] Therefore, according to the present embodiment, the output from the second delay circuit 1600 in FIG. 16 is
used as an input into the adaptive beamforming engine, thereby enhancing the degree of precision in estimating the
channel weight in the adaptive beamforming engine.

Explanation of References
[0113]

100 test subject

101 ultrasound probe

102 ultrasound imaging apparatus

103 monitor

104 transmit beamformer

107 receive beamformer

108 image processor

130 console

201, 202, 203 one point in the space

205, 206, 207 delay concave form

208 received signal with aligned wave front
400 elements in array (ultrasound wave transducer)
401, 402, 403 active channel

404 similarity operator

405 sequential-type adaptive beamforming engine
406 matrix operator

407 adaptive weight operator

408 beamforming operator

410 sample point adjuster

411 transmit-receive separation circuit

412 delay circuit

413 extraction converter

501 LUT-type adaptive beamforming engine
502 weight estimator

503 weight memory

504 beamforming operator

601 controller

602 switch

701 subtraction part

703 weight changer

801, 802, 803 switching part
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804, 805 switch

806 beamforming engine switching controller

808 switching timing controller

901 extraction parameter changer

902, 903 switching part

904 decimating operator

905 extraction operator

1000 wave front

1003 cross correlation window

1006 profile of normal received signal in the channel direction

1009 jump data in the profile

1010 profile of signal after cross correlation process in the channel direction
1011, 1015 period

1016 fixed phase

1101, 1102 tab with marks

1103 switch part

1104 a part of display area

1203 ultrasound image obtained in the first embodiment

1204 delay-and-sum type ultrasound image

1205 ultrasound image using only adaptive beamforming engine, with averaging in time direction
1206 ultrasound image using only adaptive beamforming engine without averaging in time direction
1600 second delay circuit

Claims

An ultrasound imaging apparatus (102) comprising,

multiple elements (400) configured to receive ultrasound signals from a test subject (100),

a similarity operator (404) configured to compute similarity between received signals (208) of the multiple elements
(400) in the time direction,

an adaptive weight operator (407; 405, 501) configured to obtain an adaptive weight associated with the similarity
in an adaptive signal processing by using the similarity between the received signals (208) obtained by the similarity
operator (404),

a beamforming operator (408) configured to generate a beamforming output (y(n)) by using the adaptive weight and
the received signals (208), and

an image processor (108) configured to generate image data by using the beamforming output (y(n)),
characterised in that the adaptive weight operator (407; 405, 501) is configured to generate a spatial covariance
matrix (R(n)) from the similarity between the received signals (208), and to perform the adaptive signal processing
by using the spatial covariance matrix (R(n)).

The ultrasound imaging apparatus (102) according to claim 1, wherein

a delay part (412) is placed between the multiple elements (400) and the similarity operator (404),

the delay part (412) is configured to delay each of the received signals (208) that are received by the multiple
elements (400), in association with a focal position of the ultrasound signals, and aligning wave fronts (1000), and
the similarity operator (404) is configured to obtain the similarity of the received signals (208) that are delayed by
the delay part (412).

The ultrasound imaging apparatus (102) according to claim 1, wherein

an extractor (413) is placed between the similarity operator (404) and the adaptive weight operator (407; 405, 501),
the extractor (413) is configured to extract a predetermined index value indicating characteristics of the similarity, and
the adaptive weight operator (407; 405, 501) is configured to use the index value extracted by the extractor (413)
as the similarity.

The ultrasound imaging apparatus (102) according to claim 1, wherein

the multiple elements (400) are placed side by side, and

the similarity operator (404) is configured to obtain the similarity between the received signals (208) of two elements
out of the multiple elements (400), one of the two elements being positioned a predetermined number of the elements
away from the other element.
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The ultrasound imaging apparatus (102) according to claim 1, wherein if, the number of the adaptive weights obtained
by the adaptive weight operator (407; 405, 501) is less than the number of the received signals (208), the beamforming
operator (408) is configured to perform computations to allow the multiple received signals (208) to degenerate in
accordance with the number of the adaptive weights, and generate a beamforming output (y(n)) by using the received
signal (208) after degeneration and the adaptive weight.

The ultrasound imaging apparatus (102) according to claim 1, wherein the adaptive weight operator (405, 501)
comprises:

a weight memory (503) configured to store multiple-type combinations of a distribution of the similarity and a
weight value, and

a weight estimator (502) configured to select a combination of the distribution of the similarity and the weight
value being stored in the weight memory (503), based on multiple distributions of the similarity received from
the similarity operator (404), thereby enabling a selection from the weight values associated with the multiple
distributions of the similarity received from the similarity operator (404).

The ultrasound imaging apparatus (102) according to claim 1, wherein

the adaptive weight operator (405, 501) comprises a first operator (405) and a second operator (501),

the first operator (405) is configured to use the similarity obtained by the similarity operator (404) to perform the
adaptive signal processing, and to compute the adaptive weight, and

the second operator (501) comprises:

aweightmemory (503) configured to store in advance, multiple-type combinations of a distribution of the similarity
and a weight value, and

the weight estimator (502) configured to select a combination of the distribution of the similarity and the weight
value, being stored in the weight memory (503), based on multiple distributions of the similarity received from
the similarity operator (404), and enabling a selection from the weight values associated with the multiple
distributions of the similarity received from the similarity operator (404).

The ultrasound imaging apparatus (102) according to claim 7, further comprising

a subtraction part (701) configured to obtain a difference between a computation result of the first operator (405)
and a computation result of the second operator (501), and

a weight changer (703) configured to change the weight value stored in the weight memory (503) of the second
operator (501), according to the difference obtained by the subtraction part (701).

The ultrasound imaging apparatus (102) according to claim 7, wherein the adaptive weight operator (407; 405, 501)
comprises at least one of:

adrive switching part (801) configured to selectively drive the first operator (405) or the second operator (501), and
an output switching part (802, 803) configured to selectively transfer to the image processor (108), an output
from either of the first operator (405) and the second operator (501).

The ultrasound imaging apparatus (102) according to claim 9, further comprising
a timing controller (808) configured to control switching timing of the drive switching part (801) and the output
switching part (802, 803).

The ultrasound imaging apparatus (102) according to claim 1, further comprising

a window-length adjuster (410) configured to set any length of a window (1003) in the time direction of the received
signals (208),

wherein the similarity operator (404) is configured to obtain the similarity between the received signals (208), as to
the received signals (208) within the window (1003) set by the window-length adjuster (410).

The ultrasound imaging apparatus (102) according to claim 3, wherein

the similarity is a function, and

the index value being predetermined indicating the characteristics of the similarity is at least one of: an amplitude,
a phase, a complex number using the amplitude and the phase, only a real part of the complex value, and only an
imaginary part of the complex value.
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The ultrasound imaging apparatus (102) according to claim 3, wherein the extractor (413) comprises an index
switching part (903) for switching and extracting as the index value indicating the characteristics of the similarity, at
least any one of: an amplitude, a phase, a complex number using the amplitude and the phase, only a real part of
the complex value, and only an imaginary part of the complex value.

The ultrasound imaging apparatus (102) according to claim 3, wherein the extractor (413) comprises
a decimating operator (904) configured to decimate the similarity being obtained in the time direction and output a
result thereof.

The ultrasound imaging apparatus (102) according to claim 1, wherein

an extractor (413) and a delay part (412) are placed between the similarity operator (404) and the adaptive weight
operator (407; 405, 501),

the extractor (413) is configured to extract a predetermined index value indicating characteristics of the similarity,
the delay part (412) is configured to delay each of the received signals (208) being received by the multiple elements
(400), based on the index value extracted by the extractor (413), so as to align wave fronts (1000), and

the adaptive weight operator (407; 405, 501) is configured to use the received signal (208) delayed by the delay
part (412) to obtain the adaptive weight.

Patentanspriiche

1.

Ultraschallabbildungsgerat (102) mit

mehreren Elementen (400), die dazu konfiguriert sind, Ultraschallsignale aus einem Testsubjekt (100) zu empfangen,
einem Ahnlichkeitsoperator (404), der dazu konfiguriert ist, eine Ahnlichkeit zwischen empfangenen Signalen (208)
der mehreren Elemente (400) in der Zeitrichtung zu berechnen,

einem adaptiven Gewichtungsoperator (407; 405, 501), der dazu konfiguriert ist, eine adaptive Gewichtung zu
erhalten, die mit der Ahnlichkeit in einer adaptiven Signalverarbeitung verknupft ist, indem die durch den Anhnlich-
keitsoperator (404) erhaltene Ahnlichkeit zwischen den empfangenen Signalen (208) verwendet wird,

einem Strahlformungsoperator (408), der dazu konfiguriert ist, ein Strahlformungsausgabesignal (y(n)) zu erzeugen,
indem die adaptive Gewichtung und die empfangenen Signale (208) verwendet werden, und

einem Bildprozessor (108), der dazu konfiguriertist, Bilddaten zu erzeugen, indem das Strahlformungsausgabesignal
(y(n)) verwendet wird,

dadurch gekennzeichnet, dass der adaptive Gewichtungsoperator (407; 405, 501) dazu konfiguriert ist, eine
raumliche Kovarianzmatrix (R(n)) aus der Ahnlichkeit zwischen den empfangenen Signalen (208) zu erzeugen und
die adaptive Signalverarbeitung durchzufiihren, indem die rdumliche Kovarianzmatrix (R(n)) verwendet wird.

Ultraschallabbildungsgerat (102) nach Anspruch 1, wobei

ein Verzégerungsabschnitt (412) zwischen den mehreren Elementen (400) und dem Ahnlichkeitsoperator (404)
angeordnet ist,

derVerzdgerungsabschnitt (412) dazu konfiguriert ist, jedes der empfangenen Signale (208), die durch die mehreren
Elemente (400) empfangen wurden, in Verknlpfung mit einer Fokalposition der Ultraschallsignale zu verzégern und
Wellenfronten (100) auszurichten, und

der Ahnlichkeitsoperator (404) dazu konfiguriert ist, die Ahnlichkeit der empfangenen Signale (208) zu erhalten, die
durch den Verzdégerungsabschnitt (412) verzégert sind.

Ultraschallabbildungsgerat (102) nach Anspruch 1, wobei

ein Extraktor (413) zwischen dem Ahnlichkeitsoperator (404) und dem adaptiven Gewichtungsoperator (407; 405,
501) angeordnet ist,

der Extraktor (413) dazu konfiguriert ist, einen vorbestimmten Indexwert zu extrahieren, der Charakteristiken der
Ahnlichkeit angibt, und

der adaptive Gewichtungsoperator (407; 405, 501) dazu konfiguriert ist, den durch den Extraktor (413) extrahierten
Indexwert als die Ahnlichkeit zu verwenden.

Ultraschallabbildungsgerat (102) nach Anspruch 1, wobei

die mehreren Elemente (400) Seite an Seite angeordnet sind, und

der Ahnlichkeitsoperator (404) dazu konfiguriert ist, die Ahnlichkeit zwischen den empfangenen Signalen (208) von
zwei Elementen unter den mehreren Elementen (400) zu erhalten, wobei eines der zwei Elemente um eine vorbe-
stimmte Anzahl der Elemente von dem anderen Element weg positioniert ist.
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Ultraschallabbildungsgerat (102) nach Anspruch 1, wobei, falls die Anzahl der durch den adaptiven Gewichtungs-
operator (407; 405, 501) erhaltenen adaptiven Gewichtungen geringer ist als die Anzahl der empfangenen Signale
(208), der Strahlformungsoperator (408) dazu konfiguriert ist, Berechnungen durchzufiihren, um den mehreren
empfangenen Signalen (208) zu ermdglichen, gemal der Anzahl der adaptiven Gewichtungen zu degenerieren,
und ein Strahlformungsausgabesignal (y(n)) zu erzeugen, indem die empfangenen Signale (208) nach der Dege-
neration und die adaptive Gewichtung verwendet werden.

Ultraschallabbildungsgerat (102) nach Anspruch 1, wobei der adaptive Gewichtungsoperator (405, 501) aufweist:

einen Gewichtungsspeicher (503), der dazu konfiguriert ist, Mehrfachtyp-Kombinationen einer Verteilung der
Ahnlichkeit und eines Gewichtungswerts zu speichern, und

einen Gewichtungsestimator (502), der dazu konfiguriert ist, eine Kombination der Verteilung der Ahnlichkeit
und des in dem Gewichtungsspeicher (503) gespeicherten Gewichtungswerts basierend auf mehreren Vertei-
lungen der von dem Ahnlichkeitsoperator (404) empfangenen Ahnlichkeit auszuwahlen, um dadurch eine Aus-
wahl aus den Gewichtungswerten zu erméglichen, die mit den mehreren Verteilungen der von dem Ahnlich-
keitsoperator (404) empfangenen Ahnlichkeit verkn(ipft sind.

Ultraschallabbildungsgerat (102) nach Anspruch 1, wobei

der adaptive Gewichtungsoperator (405, 501) einen ersten Operator (405) und zweiten Operator (501) aufweist,
der erste Operator (405) dazu konfiguriert ist, die durch den Ahnlichkeitsoperator (404) erhaltene Ahnlichkeit zu
verwenden, um die adaptive Signalverarbeitung durchzufiihren, und die adaptive Gewichtung zu berechnen, und
der zweite Operator (501) aufweist:

einen Gewichtungsspeicher (503), der dazu konfiguriert ist, vorab Mehrfachtyp-Kombinationen einer Verteilung
der Ahnlichkeit und eines Gewichtungswerts zu speichern, und

den Gewichtungsestimator (502), der dazu konfiguriert ist, eine Kombination der Verteilung der Ahnlichkeit und
des in dem Gewichtungsspeicher (503) gespeicherten Gewichtungswerts basierend auf mehreren Verteilungen
der von dem Ahnlichkeitsoperator (404) erhaltenen Ahnlichkeit auszuwahlen, und eine Auswahl aus den Ge-
wichtungswerten zu erméglichen, die mit den mehreren Verteilungen der von dem Ahnlichkeitsoperator (404)
erhaltenen Ahnlichkeit verkniipft sind.

Ultraschallabbildungsgerat (102) nach Anspruch 7, ferner mit

einem Subtraktionsabschnitt (701), der dazu konfiguriert ist, einen Unterschied zwischen einem Berechnungser-
gebnis des ersten Operators (405) und einem Berechnungsergebnis des zweiten Operators (501) zu erhalten, und
einem Gewichtungsveranderer (703), der dazu konfiguriert ist, den in dem Gewichtungsspeicher (503) des zweiten
Operators (501) gespeicherten Gewichtungswert gemaR dem durch den Subtraktionsabschnitt (701) erhaltenen
Unterschied zu verandern.

Ultraschallabbildungsgerat (102) nach Anspruch 7, wobei der adaptive Gewichtungsoperator (407; 405, 501) auf-
weist:

einen Antriebsumschaltabschnitt (801), der dazu konfiguriert ist, wahlweise den ersten Operator (405) oder den
zweiten Operator (501) zu betreiben, und/oder

einen Ausgabeumschaltabschnitt (802, 803), der dazu konfiguriert ist, zu dem Bildprozessor (108) wahlweise
ein Ausgabesignal von entweder dem ersten Operator (405) oder dem zweiten Operator (501) zu transferieren.

Ultraschallabbildungsgerat (102) nach Anspruch 9, ferner mit
einem Taktsteuerer (808), der dazu konfiguriert ist, einen Schaltungstakt des Antriebsumschaltabschnitts (801) und
des Ausgabesignalumschaltabschnitts (802, 803) zu steuern.

Ultraschallabbildungsgerat (102) nach Anspruch 1, ferner mit

einem Fensterlangenanpasser (410), der dazu konfiguriert ist, eine beliebige Lange eines Fensters (1003) in der
Zeitrichtung der empfangenen Signale (208) einzustellen,

wobei der Ahnlichkeitsoperator (404) dazu konfiguriert ist, die Ahnlichkeit zwischen den empfangenen Signalen
(208) bezlglich derempfangenen Signale (208) innerhalb des durch den Fensterlangenanpasser (410) angepassten
Fensters (1003) zu erhalten.

Ultraschallabbildungsgerat (102) nach Anspruch 3, wobei
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die Ahnlichkeit eine Funktion ist, und

der vorbestimmte und die Charakteristiken der Ahnlichkeit angebende Indexwert eine Amplitude, eine Phase, eine
die Amplitude und die Phase verwendende komplexe Zahl, nur ein Realteil der komplexen Zahl und/oder nur ein
Imaginarteil der komplexen Zahl ist.

Ultraschallabbildungsgerat (102) nach Anspruch 3, wobei der Extraktor (413) einen Indexumschaltabschnitt (903)
zum Umschalten und Extrahieren des die Charakteristiken der Ahnlichkeit angebenden Indexwerts aufweist, der
eine Amplitude, eine Phase, eine die Amplitude und die Phase verwendende komplexe Zahl, nur ein Realteil der
komplexen Zahl und/oder ein Imaginarteil der komplexen Zahl ist.

Ultraschallabbildungsgerat (102) nach Anspruch 3, wobei der Extraktor aufweist:

einen Dezimierungsoperator (904), der dazu konfiguriert ist, die in der Zeitrichtung erhaltene Ahnlichkeit zu
dezimieren und ein Ergebnis davon auszugeben.

Ultraschallabbildungsgerat (102) nach Anspruch 1, wobei

ein Extraktor (413) und ein Verzégerungsabschnitt (412) zwischen dem Ahnlichkeitsoperator (404) und dem adap-
tiven Gewichtungsoperator (407; 405, 501) angeordnet sind,

der Extraktor (413) dazu konfiguriert ist, eine vorbestimmten Indexwert zu extrahieren, der Charakteristiken der
Ahnlichkeit angibt,

derVerzdgerungsabschnitt (412) dazu konfiguriert ist, jedes der empfangenen Signale (208), die durch die mehreren
Elemente (400) empfangen wurden, basierend auf dem durch den Extrakor (413) extrahierten Indexwert zu verzo-
gern, um so Wellenfronten (1000) auszurichten, und

der adaptive Gewichtungsoperator (407; 405, 501) dazu konfiguriert ist, die durch den Verzégerungsabschnitt (412)
verzdgerten empfangenen Signale (208) zu verwenden, um die adaptive Gewichtung zu erhalten.

Revendications

Appareil (102) d’'imagerie par ultrasons comprenant,

des éléments multiples (400) configurés pour recevoir des signaux ultrasonores d’un sujet de test (100),

un opérateur (404) de similarité configuré pour calculer une similarité entre des signaux (208) regus des éléments
multiples (400) dans le sens temporel,

un opérateur (407 ; 405, 501) de pondération adaptative configuré pour obtenir une pondération adaptative associée
avec la similarité dans un traitement adaptatif de signaux en utilisant la similarité entre les signaux (208) recus
obtenus par I'opérateur (404) de similarité,

un opérateur (408) de formation de faisceaux configuré pour générer une sortie de formation de faisceaux (y(n))
en utilisant la pondération adaptative et les signaux (208) regus, et

un processeur (108) d’'image configuré pour générer des données d’'image en utilisant la sortie de formation de
faisceaux (y(n)),

caractérisé en ce que I'opérateur (407 ; 405, 501) de pondération adaptative est configuré pour générer une matrice
de covariance spatiale (R(n)) a partir de la similarité entre les signaux (208) regus, et pour exécuter le traitement
adaptatif de signaux en utilisant la matrice de covariance spatiale (R(n)).

Appareil (102) d’'imagerie par ultrasons selon la revendication 1, dans lequel

une partie (412) de retard est placée entre les éléments multiples (400) et 'opérateur (404) de similarité,

la partie (412) de retard est configurée pour retarder chacun des signaux (208) regus qui sont regus par les éléments
multiples (400), en association avec une position focale des signaux ultrasonores, et aligner des fronts d’ondes
(1000), et

I'opérateur (404) de similarité est configuré pour obtenir la similarité des signaux (208) regus qui sont retardés par
la partie (412) de retard.

Appareil (102) d’'imagerie par ultrasons selon la revendication 1, dans lequel

un extracteur (413) est placé entre 'opérateur (404) de similarité et 'opérateur (407 ; 405, 501) de pondération
adaptative,

I'extracteur (413) est configuré pour extraire une valeur d’indice prédéterminée indiquant des caractéristiques de
la similarité, et

I'opérateur (407 ; 405, 501) de pondération adaptative est configuré pour utiliser la valeur d’indice extraite par
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I'extracteur (413) comme la similarité.

Appareil (102) d'imagerie par ultrasons selon la revendication 1, dans lequel

les éléments multiples (400) sont placés cote a cote, et

I'opérateur (404) de similarité est configuré pour obtenir la similarité entre les signaux (208) regus de deux éléments
parmi les éléments multiples (400), un des deux éléments étant positionné a un nombre prédéterminé des éléments
de l'autre élément.

Appareil (102) d’imagerie par ultrasons selon la revendication 1, dans lequel, si le nombre des pondérations adap-
tatives obtenues par I'opérateur (407 ; 405, 501) de pondération adaptative est inférieur au nombre des signaux
(208) regus, I'opérateur (408) de formation de faisceaux est configuré pour effectuer des calculs pour permettre
que les signaux (208) recus multiples dégénérent en fonction du nombre des pondérations adaptatives, et générer
une sortie de formation de faisceaux (y(n)) en utilisant les signaux (208) regus apres dégénération et la pondération
adaptative.

Appareil (102) d’'imagerie par ultrasons selon la revendication 1, dans lequel 'opérateur (405, 501) de pondération
adaptative comprend :

une mémoire (503) de pondérations configurée pour stocker des combinaisons de type multiple d’'une distribution
de la similarité et d’'une valeur de pondération, et

un estimateur (502) de pondérations configuré pour sélectionner une combinaison de la distribution de la simi-
larité et de la valeur de pondération étant stockée dans la mémoire (503) de pondérations, sur la base de
distributions multiples de la similarité recue de I'opérateur (404) de similarité, permettant ainsi une sélection
parmi les valeurs de pondération associées avec les distributions multiples de la similarité regue de I'opérateur
(404) de similarité.

Appareil (102) d’'imagerie par ultrasons selon la revendication 1, dans lequel

I'opérateur (405, 501) de pondération adaptative comprend un premier opérateur (405) et un deuxiéme opérateur
(501),

le premier opérateur (405) est configuré pour utiliser la similarité obtenue par I'opérateur (404) de similarité pour
effectuer le traitement adaptatif de signaux, et pour calculer la pondération adaptative, et

le deuxiéme opérateur (501) comprend :

une mémoire (503) de pondérations configurée pour stocker a I'avance des combinaisons de type multiple
d’une distribution de la similarité et d’'une valeur de pondération, et

I'estimateur (502) de pondérations configuré pour sélectionner une combinaison de la distribution de la similarité
etde la valeur de pondération, étant stockée dans la mémoire (503) de pondérations, sur la base de distributions
multiples de la similarité regue de I'opérateur (404) de similarité, et permettant une sélection parmi les valeurs
de pondération associées avec les distributions multiples de la similarité regue de I'opérateur (404) de similarité.

Appareil (102) d’'imagerie par ultrasons selon la revendication 7, comprenant en outre

une partie (701) de soustraction configurée pour obtenir une différence entre un résultat de calcul du premier
opérateur (405) et un résultat de calcul du deuxiéme opérateur (501), et

un changeur (703) de pondération configuré pour changer la valeur de pondération stockée dans la mémoire (503)
de pondérations du deuxiéme opérateur (501), en fonction de la différence obtenue parla partie (701) de soustraction.

Appareil (102) d’'imagerie par ultrasons selon la revendication 7, dans lequel 'opérateur (407 ; 405, 501) de pon-
dération adaptative comprend au moins une parmi :

une partie (801) de commutation d’entrainement configurée pour entrainer sélectivement le premier opérateur
(405) ou le deuxieme opérateur (501), et

une partie (802, 803) de commutation de sortie configurée pour transférer sélectivement au processeur (108)
d’'image une sortie de I'un ou 'autre du premier opérateur (405) et du deuxiéme opérateur (501).

Appareil (102) d’'imagerie par ultrasons selon la revendication 9, comprenant en outre

un contrdleur (808) de synchronisation configuré pour commander une synchronisation de commutation de la partie
(801) de commutation d’entrainement et de la partie (802, 803) de commutation de sortie.
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Appareil (102) d’'imagerie par ultrasons selon la revendication 1, comprenant en outre

un ajusteur (410) de longueur de fenétre configuré pour fixer une longueur quelconque d’une fenétre (1003) dans
le sens temporel des signaux (208) regus,

dans lequel 'opérateur (404) de similarité est configuré pour obtenir la similarité entre les signaux (208) regus, pour
ce qui concerne les signaux (208) recgus a l'intérieur de la fenétre (1003) fixée par I'ajusteur (410) de longueur de
fenétre.

Appareil (102) d’'imagerie par ultrasons selon la revendication 3, dans lequel

la similarité est une fonction, et

la valeur d’indice étant prédéterminée indiquant les caractéristiques de la similarité est au moins un(e) parmi : une
amplitude, une phase, un nombre complexe utilisant 'amplitude et la phase, uniquement une partie réelle de la
valeur complexe, et uniquement une partie imaginaire de la valeur complexe.

Appareil (102) d'imagerie par ultrasons selon la revendication 3, dans lequel I'extracteur (413) comprend une partie
(903) de commutation d’indice pour commuter et extraire comme la valeur d’indice indiquant les caractéristiques
de la similarité au moins un(e) parmi : une amplitude, une phase, un nombre complexe utilisant 'amplitude et la
phase, uniguement une partie réelle de la valeur complexe, et uniquement une partie imaginaire de la valeur com-
plexe.

Appareil (102) d’'imagerie par ultrasons selon la revendication 3, dans lequel I'extracteur (413) comprend
un opérateur (904) de décimation configuré pour décimer la similarité étant obtenue dans le sens temporel et délivrer
en sortie un résultat de celle-ci.

Appareil (102) d'imagerie par ultrasons selon la revendication 1, dans lequel

un extracteur (413) et une partie (412) de retard sont placés entre 'opérateur (404) de similarité et 'opérateur (407 ;
405, 501) de pondération adaptative,

I'extracteur (413) est configuré pour extraire une valeur d’indice prédéterminée indiquant des caractéristiques de
la similarité,

la partie (412) de retard est configurée pour retarder chacun des signaux (208) regus étant regus par les éléments
multiples (400), sur la base de la valeur d’indice extraite par I'extracteur (413), de maniére a aligner des fronts
d’'ondes (1000), et

I'opérateur (407 ; 405, 501) de pondération adaptative est configuré pour utiliser le signal (208) regu retardé par la
partie (412) de retard pour obtenir la pondération adaptative.
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